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Abstract- The aim is to design good filter banks, where the filters have good stop band and pass band 

characteristics. In this paper we present a power full design technique that yields both linear phase and non 

linear phase filters here we consider all filters to have real coefficients and that all complex conjugate 

operations disappear. In this paper the main objective is to find the angular Frequency Vs Magnitude. 

Keywords-LPF(Low Pass Filter), NPR (near perfect reconstruction), NPRTD(Transfer Domain), 

FWLE(Finite word Length Effect),Basis Vector. 

I.INTRODUCTION 
       In many applications is need to be decompose a signal into a number of components or to assemble a number of 

signals into one signal. According to whether the signal is decomposed by the analysis network and then 

reassembled by synthesis network or vice versa. [2] There are two different applications that is filter banks, and 

transmultiplexers. 

The concept of transmultiplexing at the basis of a number of digital modulation and demodulation problems. In 

digital modulation, the goal is to combine a number of digital signals into one discrete time signal that is then 

transmitted over a medium like telephone, cable and wireless. 

At the receiver end the signals or then separated by the demodulated and routed to the correct users. Here 

we decompose a signal into two sets of components like x[n]=xa[n]+xd[n] 

Where xa[n] represents the low frequency approximation 

           xd[n] represents the high frequency approximation 

We consider the signal as a vector x and we find a set of basis signals gk and hk , indexed by the integer k, such that 

the signal is given by 

               𝑥 =  𝑔𝑘𝑎[𝑘]+∝
𝑘=−∝ +  ℎ𝑘  𝑑[𝑘]+∝

𝑘=−∝                                                                                             [1] 

Here xa=  𝑔𝑘𝑎[𝑘]+∝
𝑘=−∝  and xd= ℎ𝑘  𝑑[𝑘]+∝

𝑘=−∝  and the two sequences a[k] and d[k] or expansion coefficients over 

the new basis signals. 

The corresponding dual basis vectors 𝑔 k and ℎ k by an inner product as 

a[k]= <𝑔 k, x> =  𝑔 +∝
𝑛=−∝ k[n]x[n]                       

[2] 

d[k]= <ℎ k, x> =  ℎ +∝
𝑛=−∝ k[n]x[n]                      

The decomposition of the vector (signal) x into two components along the “g” and the “h” is shown in the below eq. 

gk[n]= g[n-2k] 

Where k is an integer and n is number of samples. 

  [3] 

 hk[n]= h[n-2k] 

At the end, to implement the system using familiar [10] operations, such as filtering, upsampling and downsampling. 

So considering only particular class of basis signals gk and hk of the form shown in the above eq. 

Analogously for the corresponding dual basis 𝑔 k, ℎ k, 

                                                                                                                          𝑔 k   [n]=[n-2k] 

     [4] 

ℎ k[n]=[n-2k] 

These four signals will be the impulse response of filter that was implemented. From the 1 and 2 eq.’s the equation 

can be rewritten as  
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X[n]=  𝑔 𝑛 − 2𝑘 𝑎 𝑘 + +∝
𝑘=−∝  ℎ[𝑛 − 2𝑘] 𝑑[𝑘]+∝

𝑘=−∝            [5] 

Where a[k] and d[k] are given by explicitly rewriting the equation [2] as 

{a[k]=  𝑔 +∝
𝑘=−∝

*
[n-2k]x[n]   

                                                                                                   [6] 

d[k]=  ℎ +∝
𝑘=−∝

*
[n-2k]x[n]} 

the denominator coefficients of the transfer function are 

{a[k]=  𝑔 +∝
𝑘=−∝

*
[-(2k-n)]x[n] 

                                                                                                   [7] 

d[k]=  ℎ +∝
𝑘=−∝

*
[-(2k-n)]x[n]} 

 

II. Perfect Reconstruction Conditions in the Time Domain 
{<𝑔 k, g>=𝛿[𝑘 − ℓ] 

                                       <ℎ k, h>= 𝛿[𝑘 − ℓ]                                [8] 

   <𝑔 k, h> = <ℎ k, g> =0} 

The dual basis vector 𝑔 k and ℎ k are the orthogonals of basis vectors gk and hk . 

 

III.Perfect Reconstruction Condition in the Transform Domain  
 

𝐺 *
(1/ 𝓏 *

)G(𝓏) + 𝐺 *
(-1/ 𝓏 *

)G(-𝓏) = 2 

 

𝐻 *
(1/ 𝓏 *

)H(𝓏) + 𝐻 *
(-1/ 𝓏 *

)H(-𝓏) = 2 

 

𝐺 *
(1/ 𝓏 *

)H(𝓏) + 𝐺 *
(-1/ 𝓏 *

)H(-𝓏) = 2 

These four conditions can be written in matrix form as 

 
𝐺 (1/𝓏) 𝐺 (−1/𝓏)

𝐻 (1/𝓏) 𝐻 (−1/𝓏)
  

𝐺(𝓏) 𝐻(𝓏)
𝐺(−𝓏) 𝐻(−𝓏)

  =  
2 0
0 2

  

If we consider all vectors in the plane,the inner product can be seen as 

,x y  =║x║║ y ║ cos  where   is the angle between x and y if x and y are orthogonal to each other then 

,x y  =0 

Here the main concept is to split the signal in to number of signals (analysis network)and down sample the signal  by 

a factor D and reassemble the signal by interpolate the signal by a factor.  

Finally by using finite word length effect (FWEL) method  [10] we truncate the coefficients up to required digits. 

         The low pass filter(LPF)allows the low frequencies of the signal and rejects the high frequencies of the signal.  

3.1Basis vector 

A basis is a set of linearly independent vectors that, in a linear combination, can represent every vector in a given 

vector space or free module, or, more simply put, which define a "coordinate system" (as long as the basis is given a 

definite order). In more general terms, a basis is a linearly independent spanning set. 

Given a basis of a vector space, every element of the vector space can be expressed uniquely as a finite linear 

combination of basis vectors. Every vector space has a basis, and all bases of a vector space have the same number 

of elements, called the dimension of the vector space. 

 

IV.Matlab Results  
     In this section, simulation results for signal to noise ratio and estimated filter frequency responses. Their 

reconstruction  error measure graphs are also included.  

 

For case 1 NPR COEFFICIENTS generates near NPR filter bank coefficients N,L 

 

Given values  L=64 

                       N=256 

 

 

http://en.wikipedia.org/wiki/Linear_independence
http://en.wikipedia.org/wiki/Vector_space
http://en.wikipedia.org/wiki/Linear_combination
http://en.wikipedia.org/wiki/Vector_space
http://en.wikipedia.org/wiki/Free_module
http://en.wikipedia.org/wiki/Spanning_set
http://en.wikipedia.org/wiki/Dimension_%28vector_space%29
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Figure 1:SNR Vs Filter Responses(Frequency and impulse) 

 

 

 
Figure 2:Error(db) Vs Frequency(channel)  

For case 2 

Given values  L=16 
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                       N=64 

 

 
Figure 3:SNR Vs Filter Responses(Frequency and impulse) 

 

 
Figure 4:Error(db) Vs Frequency(channel)  

Near perfect reconstruction polyphase filter bank graphs  here taken coefficients N,L,K 

For N=256,L=128,and K=11.4 is simulated graphs given below says the input output vs error value and time  
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Figure 5:Error(db) Vs Time (samplel)  

 
Figure 6:Error(db) Vs Time (samplel)  
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Figure 7:Frequency(channel) Vs Time (slice) 

V. CONCLUSION 
Our method gives the better performance, compare with existing algorithms. it is applicable for the NPR main 

objective is to find the filter   Frequency Responses and  Reconstructing error is achieved. 

VI. ACKNOWLEDGEMENT 
The authors like to express their thanks to the management and department of ECE, K L University for their support 

and encouragement during this work. 

VII. REFERENCES 
1. Automatic Autocorrelation and Spectral Analysis by Petrus M.T. Broersen. 

 

2. Modern Digital Signal Processing by Roberto Cristi. 

 

3. Signal Processing for Active Control (Signal Processing and its Applications) by S. J. Elliott (Oct 18, 2000). 

 

4. Digital signal processing by John G. Proakis- pearson education. 

 

5.  Modified DFT Filter Banks with Perfect Reconstruction Tanja Karp, Member, IEEE, and N. J. Fliege, 

Senior Member, IEEE 1999. 

6. R. D. Koilpillai and P. P. Vaidyanathan, “Cosine-modulated FIR filter banks satisfying perfect 

reconstruction,” IEEE Trans. Signal Processing, vol. 40, pp. 770–783, Apr. 1992 

7. T. Karp and N. J. Fliege, “MDFT filter banks with perfect reconstruction,” in Proc. IEEE Int. Symp. Circuits 

and Systems, Seattle, WA, May 1995, pp. 744–747. 

8. P. P. Vaidyanathan, Mulitrate Systems and Filter Banks. EnglewoodCliffs, NJ: Prentice-Hall, 1993. 

9. A. Mertins, “Time-varying and support preservative filter banks: Design of optimal transition and boundary 

filters via SVD,” in Proc. IEEE Int Conf, Acoust., Speech, Signal Processing, Detroit, MI, May 1995, pp. 

1316–1319. 

10. Multirate Systems And Filter Banks  by P.P. Vidyanathan 

 

 

 

 

http://www.amazon.com/s/ref=ntt_athr_dp_sr_1?_encoding=UTF8&sort=relevancerank&search-alias=books&ie=UTF8&field-author=Petrus%20M.T.%20Broersen
http://www.amazon.com/Signal-Processing-Active-Control-Applications/dp/0122370856/ref=sr_1_5?s=books&ie=UTF8&qid=1331721827&sr=1-5
http://www.amazon.com/S.-J.-Elliott/e/B0034OL3L4/ref=sr_ntt_srch_lnk_5?qid=1331721827&sr=1-5


B.M.S.Rani, T.S.R Prasad, Ch. S.VenuMadhav, K.Varun Deep, B.V.SubbaRao, Y.Dhatri Sai / 

International Journal of Engineering Research and Applications (IJERA)      

ISSN: 2248-9622   www.ijera.com Vol. 2, Issue 3, May-Jun 2012, pp.2396-2402 

2402 | P a g e  
 

 

AUTHOR’S BIBILOGRAPHY 

 

B. M. S. Rani did her Diploma in D.E.C.E at Kakinada Govt. Polytechnic College. Kakinada 

and later she did her B. Tech at Siddhartha Engineering College, Vijayawada and M. Tech in 

JNTU Ananthapur. She is pursuing Ph. D at A. N. University, Guntur. Presently she is working 

as Asst. Professor at Vignan’s Nirula Engineering College, Guntur. Her interested areas are 

Image Processing and Signal Processing.  

 

 

 

 

 

T. Ravi did his B. Tech at KSRMCE kadapa and later he did his M. E at Karunya University 

and M. Tech in JNTU Kakinada. He Worked as HOD in Universal College of Engg. and 

Tech. Guntur. And Presently he is working as a Assoc. Prof in K. L. University. His 

interested areas are Image Processing and Signal Processing 

 

 

Ch.S.Venu Madhav was born in Rajahmundry, of Andhra Pradesh state ,India .on 19th May 

1992.He is currently pursuing his B.TECH 3rd year in Electronics and Communication 

Engineering in K.L.University with specialization in Signal processing. His areas of interest 

are Digital VLSI design, Antennas and Signal processing. 

 

 

 

 

K.Varun Deep was born in Guntur District ,Andhra Pradesh, India on 3rd January 1992.He is 

currently pursuing his B.TECH 3rd year in Electronics and Communication Engineering in 

K.L.University with specialization in Signal processing. His areas of interest are Radar 

Communications, Antennas and Signal processing. 

 

 

 

B.Venkata SubbaRao was born in 1989 at Rajahmundry of Andhra Pradesh state, India. He 

Graduated in Electronics and Communication Engineering from NIE College, Macherla, 

JNTU, Kakinada. Presently he is pursuing his M. Tech- Communications and Radar Systems 

in K.L.University. His interested areas are Image Processing and Communications 

 

 

 

 

Y.Dhatri Sai was born in 1989 at Vijayawada of Andhra Pradesh state, India. He Graduated in 

Electronics and Communication Engineering from T.J institute of technology, Chennai, 

ANNA University. Presently he is pursuing his M. Tech- Communications and Radar Systems 

in K.L.University. His interested areas are Image Processing and Communications 

 

 

 

 

 

 

 

 

 



B.M.S.Rani, T.S.R Prasad, Ch. S.VenuMadhav, K.Varun Deep, B.V.SubbaRao, Y.Dhatri Sai / 

International Journal of Engineering Research and Applications (IJERA)      

ISSN: 2248-9622   www.ijera.com Vol. 2, Issue 3, May-Jun 2012, pp.2396-2402 

2403 | P a g e  
 

K. V. V. Kumar was born in 1987 at Guntur district of Andhra Pradesh state, india. He 

Graduated in Electronics and Communication Engineering from VYCET, JNTU, Kakinada. 

Presently he is pursuing his M. Tech-Communications and Radar Systems in K. L. University. 

He has published in 8 Research papers in International journals and One Inter National 

conference Paper Presented. His interested areas are Image Processing, Antennas and 

Communications.  

 

M. Rakesh was born in 1987 at Guntur district of Andhra Pradesh state, India. He Graduated in 

Electronics and Communication Engineering from KMCET, JNTU, Hyderabad. Presently he is 

pursuing his M. Tech- Communications and Radar Systems in K. L. University. His interested 

areas are Image Processing and Communications 

 

 

 

 

 

 

 

 

 


